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SIP LR T OREICET HIEHR
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W SipPLYRNSOBREFE

Cisco Unified SIP SRST IZ. kKD ¥ A 7 DF{Z THERE L £ 97,
o FEEARToXINRFENTERWES . 72— /L SIP IP Phone 7> 5 12— /L SIP BEE~DF(E,

o 12—7J1/L SIP IP Phone 75 %§{g PSTN ~DiilfR 27 7 A (COR) 72 EDEMY—E R 7= & 2
.1 ~900FBDOREEZT 0 v 7T 5729,

J° = =ZJu N

SIP LY R NTDOREFHIE
TR RO TFINAICSOWCRHBA L ET,
o SIP LY A RTDRRIE (94 ~—) (WZH)
o SIPEFE~DNRNY I T v VIVARNT —EAD

o SIPEFHE~DNR I T T LIANT —EAD
(99 ~N—) ((£E)

o SIP LY A N TEDMHTE (103 X—) (LE)
o X XA YN ETEHEOHR (104 X—) ((LE)

(96 ~<—3) (W4ZH)
(FFvay a<wr RaEfil)

Re R

& A

SIP LR NTDORE

SIPLYARNG LB —HNVSIP Y — b T =A13Nv 77 v 7 SIP 7aix & L THERE
SIP BEEMN DL D SIP Bk A v — V&% T ANE T, Zdde— A /L SIP IP Phone D 17—/ =
VT = A NR—2 T ) £,

LA k7 SIP B ERER & 52 1 AL BRI VoIP & A YL 7 254 % 728, Cisco 10S &
A= T A VT N2 T NSIPEEICa— L EL—T T TEAHLHITRY £,

SIP B GKERIZ DNS 7 R L A & G iedig e~y X —nNH i, F 0o~y ¥ — 3 EmE e n
SIPLY AT F—F_X—=RZBMENDHNRRE SN E T, 2L WANEEREAL TS
(B X, ZDfER Cisco Unified SIP SRST 23%HE L TV 5) [MIZ . DNS — "3 i T& 72 < 72
BT,

SIP LY A M THERRIZ.ROBTEIC LIV A =T NV E72 0 £9,5 7 # /v b Tl, Cisco Unified
SIP SRST i A X —T7 NN TIIR < SIP Bk A vt —VEZIFTAND Z ENTE EH A, E(E SIP
BEgA v =V ANDIIIROBEEEY VT v 7T HXLERHY 97,

FNEDHEE

1. enable
configure terminal
voice service voip
allow-connections sip to sip
sip

registrar server [expires [max sec] [min sec]]

I A G o o o

end
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FNEDOZEEH

FIE 1

FIE 2

FIE 3

FIE 4

FIE 5

FIE 6

FIg 7

SIP LY pSsoResE M

a<wV RERIET IV a v

HHY

enable

1 :

Router> enable

¥ ¥ EXEC E— K& A X2 —7 NI LET,
e Tl IREREINTZH NATU—FREZANL
e

configure terminal

1

Router# configure terminal

Jsa—)ary7 4 ¥al—igy B— ReflsL
£7

voice service voip

1 :

Router (config)# voice service voip

TEEY—ER a7 4 X2l — gy B— Nafith
bij‘o

allow-connections sip to sip

R
Router (config-voi-srv)# allow-connections sip
to sip

SIP 725 SIP =y RABRA ¥ h~DEF A ZH A LE T,

sip

1

Router (config-voi-srv)# sip

SIP2> 7 4F¥al—ay E— FEBBELET,

registrar server [expires [max sec] [min sec]]

i
Router (conf-serv-sip) # registrar server expires
max 600 min 60

SIP LY A RTHRERA X —T NI LET , F—U—F
ERIENKD L IICERINET,
+ expires: (LE) HEREOT 7 7 1 Tk %
LET,
o max sec: ({EE) BENHIBELINIZ /D ETORK
FER (D EALNL) , F5E T & 2 #PHIT 600 ~ 86400 T
T 7 L M % 3600 T,

A

E

e

BERDOHAREIN X A 5T 7 MMI.TCP 76 Dl
Wra i+ 57, %7 TCP BEfim— v 7
HALT T REDHNIWVEIZEELET,

()

o min sec: (EE) BENHIRYINIZ 72 5 £ TO RN
RERE] (RVEAQT) , 8 7E T & 2 #aPHIT 60 ~ 3600 T,
T 7 4 Mt 60 T,

end

1

Router (conf-serv-sip)# end

Rt EXEC E— RIZRE D £7°,
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% 6%  SIP %\ 7 Cisco Unified IP Phone DFE |

W SipPLYRNSOBREFE

WRDVEZE

FESIP ek A v E—U N EFICZEEINDILICTIHCIE EF LAY TV ERET DY
ENHY FE4 ISIPEIFE~DONRN I T 7 LI ARNT H— 1:20) RE I a (96 X—)

SIP BFE~DNN 7T v VIUANT —ERDRE

SIPIPPhone/\@/*/?T/j’l//“XI\?‘H‘ BRI SIPY—hV A DEFL RS T —)L

RETHZ L TCIREETEFET . FHFLIURY P LR ETIIBRBHEREZRE T2 N TE,
é% SIP B EF R ERS 7 — L *ﬁm“éiﬁ/\ VEIRICERR &7z VoIP A L B 7 A &
NHEFAAYXYNVETRUEEZRET DI ENTEET ROT—V ZATHRIR—FIHTWET,

« SIP IP Phone D %3Z15
— rm—7% /)L PSTN
- B—ANRT a7 FXS Eihi
— w—71/L 7 SIP IP Phone

WOBRED A~ FIL BEHMHEREZ G L COERNRERLVAY =V EZELET, 7/ —
JViZ. Cisco Unified SIP SRST 7 /34 AN EDORGFRE AR L, ENEHEGT 20 E 2 —FRHE#ET
ELXEOCLET, IO BT DBERIT. IO ORTEICHRESINT-F A YL ET B
TVoIPSIP # A ¥/ BT HER LET,id 2~ FROLMETT AN, Z OB ER Tl FAKAE
oL TWET,

a< 2 RL~LOFHMIZ-2V Tl [Cisco Unified SRST and Cisco Unified SIP SRST Command
Reference (All Versions)]DiE)7e 2~ K X—=TU 2B L T &,

GlIE7a Sas
e SIPLIYARNTIZI . EFLIAZ T—1O®y NT v 7ORNCERETHILENH Y 4,3
FMZOWTIZISIP LA N TOREITEIZ L a (94 X—D) 2B LT EEN,
HIFEIE

e id a2 FIZ.RESNSEB D SIP IP Phone £ 7-1% SIP IP Phone ¥ v & HE L £,
L7=28»- T, 17/7 S5THRELZId I~ RBAXLETHD ﬂﬂO) FLUAZ F—)LDa
?/ ROFNIHRET HMENH Y £, mac address ¥ — 7 — FB X OB HEHHT 554,

FBEEHED MAC 7 R L A3 )L— & @D Address Resolution Protocol (ARP) v v ¥ 2 TR/ I
‘éot 512 IP Phone WL —Z D LAN A v Z—T =2 A Z L[ U TRy NRNICHDLMLERD
DETMACT RLANKEDETFF L VAL F—VAITICRESNEZS HLVWMAC 7 R
L ANCEET AENCEEFED MAC 7 LA Z IR L ET,

e TuXFTOHXA YL BT IZ . PSTN 25 Cisco Unified SIP SRST ~D ¢ _XTH a—/)L & )L—
T4 T T HEBERL A YL BT T4, SIP #ak)Y Cisco Unified SIP SRST 128k S 4,
proxy 2~ RWRA RX—=T WD L 200X A YL T N HEBICER S E T, K&
DAYV ETIZTaX o~ —T 4 T ENF2(ERF T+ — AN T)DX AT IL
ETILSIP BRIV —T 4 T ENET R XA YL BT ZIELAERT 2 (T ex v
ERRURTHEA YL BT % FEICERT ) FIETH . RIUHEZZER CEET, 7 rx
DEAFXNLETIZ1IOOT X DIPT RLADOREZE=XTEET , DED , —FElIZE=
ATEXLDIFBEFL AL T—AhbD 1507 ax U ZRBonET . B0 7T axs 7
R 2AZE=XFTHHENHE, FEITEMNOZ A YV BT 2/EMRL TRELET,

Il Cisco Unified SCCP 33 X UF SIP SRST ¥ AT LEBRENA K
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SIP LY pSsoResE M

) SIPaXFia2E=XTHI0I. AT v 73 Iz LBV call fallback active =~ > R %

RET DMHENDY £,

FIEDOBEE

—

enable
configure terminal
call fallback active

voice register pool rag

voice-class codec rag

¥ ® 2 SahohWwWw N

p—
S

end

FNEDFEH

FIE 1

FIE 2

FIE 3

FE 4

preference preference-order

application application-name

id {network address mask mask | ip address mask mask | mac address}

proxy ip-address [preference value] [monitor probe {icmp-ping | rtr} [alternate-ip-address]]

a<wV RERIET IV a v

HEY

enable

1

Router> enable

¥#E EXEC E— K& A X2 —7 NI LET,

s THRUVTEINEREINTEE NAT—FEATL
£,

configure terminal

IR

Router# configure terminal

Jua—N)L a7 4 Falb— gy BT—RREBBL
£75

call fallback active

1

Router (config)# call fallback active

(EB) Xy VU~ EEDOGE, 2 — VERPREBS
AXYN ETICT =Ny 7 TExHECLET,
e ZOawr R TRXFTVOLAL YL ET EES
2 LT IROHIZEL A X)L BT T =3 7
T H5EICHEH S 4V E 37, call fallback active =~
v ROFEMIZ DWW TIX. [PSTN Fallback Feature ] %
ZHLTLZE,

voice register pool tag

IR

Router (config)# voice register pool 12

SIPEFOEFLIVAY F— )L a7 4 Fal—a

v E—RERBLET,

o Zawy RiL, EDEEH Cisco Unified SIP
SRST T/NA A Ko TAREITHERT SN
ZHEIET A DI HLET,
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% 6%  SIP %\ 7 Cisco Unified IP Phone DFE |

W SipPLYRNSOBREFE

FIE 5

FIE 6

FIE 7

6-98

a<w Vv RERIIT 7V a v

HE)

id {network address mask mask | ip address mask
mask | mac address}

i :
Router (config-register-pool)# id network
172.16.0.0 mask 255.255.0.0

o — VI T & 8% SIP IP Phone £ 721X% D
v NERIICEB LET, F—U— R EFI R K
DEICERINET,

* network address mask mask:network address mask
mask DX — U — R LB OMAEDOEIT IERE
AT IP 7 %> RNOEE D IP Phone 7 HHER S
N EEERE TR LT SIP Bk A v —T %%
ANDTOIEH S ET,

 ip address mask mask:ip address mask mask ® % —
T — R & BB DOMM A A DRI AEB] O G % 555
TAHDITHEHINET,

o mac address: ¥ € ® Cisco Unified IP Phone ® MAC
7 RL AT,

preference preference-order

1

Router (config-register-pool)# preference 2

ERT % VoIP A4 YL T OF Y 77 Lo REF%

RELETH#MMEIZ0~10TI, 774/ MT 0T,

IR EbLEWTY 77 L AT,

e ZOTV Ty L AL proxy 2 KD
preference X — 7V — R CRHEINTTV 77 L~
A X0 HRE W ESENEAL MRV LERH D FT7,

proxy ip-address [preference value] [monitor
probe {icmp-ping | rtr} [alternate-ip-addressl]

i
Router (config-register-pool)# proxy
10.2.161.187 preference 1

Cisco Unified SIP IP Phone 73 Cisco Unified SIP SRST
= N = AT O TN GBI VoIP ¥ A ¢
NVETINTEESIP Vo X U lBELET, F—TU— K
ERIBPRO LD ITERINET,

s ip-address:SIP 70X D IP 7 KL X,

« preference value: ((LE) ER Sz mXx oo ¥
AYNVETOTY 77 LU A EHRLET, 2O
7' 7 7 L AL, preference 2=~ K T E S 4
=27V 7 7 L ALY bAS W (BRIERLAN &)
PVERHY £T,

#HHIZO~10 T, 7Y 77 L ADHKEKEIXO
T, T 74/ MIH Y £ A,

« monitor probe: L&) 7 r¥ T XA ¥/ BT DE
=H YT A FX—T M LET,

+ icmp-ping:ICMP ping #fEfl L T u % ¥ A ¥
NETDE=ZY T X—T NI LET,

T —TRRESINTZEA YL ETITRE
D= L TCOIT—)L J—F ¢ VT NSRRI X
NET EBZa—NITZOFALYILETENL
T ZENnTEET,

()

e« rtr:RTR 7u—7 %L Xy ¥4 ¥ v
TOE=FZI T EA XTI LET,

 alternate-ip-address: (L) 7a ¥+ 7 R L AL+
DREIPT RLADE=F I T oA X —T VI
LEF 23— hrov=Af D7 =R
ZSIP 7uF%vCE=FLET,
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| 8563% SIP # M\ 7z Cisco Unified IP Phone D} E

SIP LY pSsoResE M

awv RERET 7V ayv E):0]
FJ|E 8 voice-class codec tag 3%?57 = A :,%?:‘\y 7 INTG A —H %%ﬁﬁgbi—g} tag g1
X1 ~ 10000 DE D= —F > 7 T —THKETT,
R
Router (config-register-pool) # voice-class codec
15
FJiE 9 application application-name (FEEBI)VOIP XA L 70y a3 LT 7
V/r—3a &I L E T, application-name 5|3 % f#
B MLUTHEOBBEFISEAVR) Y 7Y r—a v %
Router (config-register-pool)# application E%?é Li—g*o
SIP.App
FIE 10 end Kt EXEC T— RIZERE Y £7°,
B
Router (config-register-pool)# end

WDVESE

ZOMIZHEEZEBMT HEFR L OAY T av s KBRS ETH ENLIILHATIES Y

FHA. INLDOawy RIZOWTIL ISIP BEFE~D NNy 7T v 7 LY A NT —ERADOHT
(AF>varyavr 2l 173099 X—I) 251 TLEEN,

SIPEF ~DNRX I T T VIRARNT —EPROREA TS ar =
< R&2FEA)

AIORETEANREFTLVAZ F—= ity N7y 7 FT256DTT, ZOFIHOHE L A
TvarORMEEZEML THEEZELT OO LD TT,

Glfi== S
o HMRSAFIEISIP EFE~DOANY 7T v T VU ANT B—ERADOREIE T v a (96 ~—)
WZRLA D L B0 T,
o [SIPEFHF DN I T T VIOANT F—=EADEEIE 7 Va2 (96 ~—) OFHEMIC
o T WMBERa~v L FERELET,
« lalias| 2~ FZFET D AIIC, translate-outgoing (FFH LY A X F—)L)a~<w REfEH L
ThrIvAL—ary V—AERETIHLERHY 7,
FINEDOHEE
1. enable
2. configure terminal
3. voice register pool rag
4. translation-profile outgoing profile-tag
5. alias rag pattern to target [preference value]
6. cor {incoming | outgoing} cor-list-name {cor-list-number starting-number [- ending-number] |

default}
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W SipPLYRNSOBREFE

7. incoming called-number [number]

8. number tag number-pattern {preference value} [huntstop]

9. dtmf-relay [cisco-rtp] [rtp-nte] [sip-notify]

10. end

FNEDFEH

FIE 1

FE 2

FIE 3

FE 4

Il Cisco Unified SCCP 33 X UF SIP SRST ¥ AT LEBRENA K

a<w Y RERIEIT IV a v

HHY

enable

1

Router> enable

¥ #E EXEC E— K& A X —7 VI LET,

s THUVTEINEREINTEL NAT—=FREATL
£7

configure terminal

1 :

Router# configure terminal

Ju—\)L ar 7 4 Fal—aryE— REEL
iﬁ‘o

voice register pool tag

1

Router (config)# voice register pool 12

ERLIAL S— ) ars T 4 F¥al— g F—F

ZREME L E T,

o Za~wy RiL., EDOEEEN Cisco Unified SIP
SRST T /34 A2 K » TR EZITHES N D0
ZHIET A 7D A L E9,

translation-profile outgoing profile-tag

i :

Router (config-register-pool) #

voice translation-rule 1

rule 1 /1000/ /1006/

!

!

voice translation-profile 1
translate called 1

!

voice register pool xxx
translation-profile outgoing 1

ThavwryREI N AL— gy Tard A%

FrE OB G 5 F 7213 SIP B DT R TOEFE 5T

BWHT A7 L £,

»  Profile-tag: %(5 23— N~ DEBRE WIS 5 T v
Al —gy Fady A4,




| e

SIP % AV 7= Cisco Unified IP Phone DR E

FIE 5

FIE 6

FIg 7

SIP LY pSsoResE M

a<wVv RERIIT 7V a v

HE)

alias tag pattern to target [preference value]

R
Router (config-register-pool)# alias 1 94... to
91011 preference 8

FELRTa X URFEATE RV EHEATERVWERE
F~D 7S PSTN 22— /L %  Cisco Unified SIP IP Phone
P TEXL LI LET, F—T— R EBIENKRD
XolcEREESNET,

o tag:1 0BS5S ETOETTH Y HED alias 2~ >
RRHLGEICENLEXBT HHEFETT,

o pattern: V7 4 v 7 AFKFTHY EEEHEF L
—H L. IANVRI—REEHLIENTEET,

o to:fRESITH I F BN =R LET,

o target: X —7 v FESFTHY F o\ F—Il—K
TOLEEa—NEN—T 4 T T HREEEE T
—’C“—g«O

+ preference value: L&) = A V7 A XA Y/ B
TOTY Ty L AEEZEN Y TE T value 515
WEREEA T DT Z A vu BT O T & IX
1 ~10 TT. 774NV NI EHA,

cor {incoming | outgoing} cor-list-name
{cor-list-number starting-number |[-
ending-number] | default}

R
Router (config-register-pool)# cor incoming
call9ol 1 91011

B 5 B AT B L7z VoIP & A YL B 7 IR
277 Z(COR) & LET,CORIL, EDEFEXA ¥
VETREOREFA YLV ETEEA L Ca—1%
RIETEINERELET . KXYV ETILERER
FOBREFECORVAMNTCTnEYa=r/caEd,
F—U—REFGIENRED LI ITERSINET,

+ incoming: 5{5 %A ¥/L €T 0MEHT S COR U A k,
« outgoing: ¥{5 % A YL BT IMEMT S COR U A I,
o cor-list-name:COR U A kD4 Hil,

e cor-list-number:COR U A b O+, (E T 5
am)x%®wkﬁi4f%0%hiti%m
XA X)L BT THERINET,

+ starting-number: f& T HK 5N E EN TV DG H DER
H G fPHOBMG, A2 7 u b TE £,

s (EB)EHMERET LA VT —4,
 ending-number: ({1:35) Bt & HHIH DO T,

o default: V' —H# |ZBEFDOT 7 /L s COR Y 2 %
FHTES5BRLET,

incoming called-number [number]

IR
Router (config-register-pool)# incoming
called-number 308

FIITIER SN2 F A YV ETICHEREa— RT

A =Ll U E T number BIEIIA T a o TH

D EBHEEEOT VT 4 v I RAERTHTO—r
X%Tbiﬁ
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% 6%  SIP %\ 7 Cisco Unified IP Phone DFE |

W SipPLYRNSOBREFE

awv RERET 7V ay E):D)
F/[H 8 number tag number-pattern {preference value} Cisco Uniﬁed SIP IP Phone 7> 5 DX EE A~ 7 — 2 Z ALEE
fhunestop] THIDITL VA N T RFFAT 5 E.164 BWIHE 547 L
i E3r e U~*F&§@ﬁ#¢&0i9" #INET,
1}
Router (config-register-pool)# number 1 50.. o tag:1 705 10 ETOEFTH Y  #H5D number =
preference 2 2 RRBIGEICENL EZXBTDHEFETT,
o number-pattern:SIP IP Phone LB &k A v —T %
LT H720DIZ VPR b T IbFFAl SN 5 Eah
F(UANRI— RN =25,
« preference value: ({£EE) &5 U A b THEICIAN &
ERLET,
* huntstop: ((£E) ¥ A ¥/L ©T BREEHOGEITN
YT 4 T EEIE LTS,
FJjE 9 dtmf-relay [cisco-rtp] [rtp-nte] [sip-notify] SIP #— kK T ANT LI =m— B —T =2 AL
IPRy hU—27 LDBOT 27V b— S B
ik (DTMF) h—> % U L—4 5 R&HHEL£7. F—
Router (config-register-pool)# dtmf-relay J— K i/j—(@ 5z '—‘—'éé é ﬂi‘é—
rtp-nte
; + cisco-rtp: (fI:E) Real-Time Transport Protocol (RTP)
EVAAMBAORA v — N Z A FEMHLT
DTMF h— &5 L £,
+ rtp-nte: ({I:&) Named Telephony Event (NTE) ~X A
m— R %A 7 %FORTP #fEH L TDIMF h—
YEEELET,
« sip-notify: ({L) SIP NOTIFY # vt — & L
CTDTMF h— > %% L ET,
FIE 10 ena KikE EXEC £ — RIZREY £,
i

Router (config-register-pool)# end

show running-config =~ > K75 DR O ERS H 1%

F v bU—7 ONMRETE G 50xx HRK

TINL. Z DS — )VIN TR

voice register pool 12

BERLUAX =)L 12 23,172.16.0.0/16

Eéhfwésmmmmw#%@¢«f®ﬂﬁ%xfﬂné
IR EENTWVWAZ EERLET, T—1 121
REINTBENRSH Y 7,

BT OBETCTHBIAERSNIZS A YL B

id network 172.16.0.0 mask 255.255.0.0

number 1 50.. preference 2
application SIP.app
preference 2

incoming called-number

cor incoming allowall default
translate-outgoing called 1
voice-class codec 1
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| 8563% SIP # M\ 7z Cisco Unified IP Phone D} E

SIP LY pSsoResE M

SIP LA N T REDHER

SIPLYARNTEFFLIRAZ T— LD T TNy a—TF 4 7 %47 RO FNEE ELT

LET,
FNEDHEE
1. debug voice register errors
2. debug voice register events
3. show sip-ua status registrar
FIEDFEM
awv RERET 7V ay E):D)
FJE 1 debug voice register errors :@gvyp%ﬁmL(lﬁﬁﬁﬁ%ébtl
T—%T Ny T LET,
ﬂm: A _e L S 13
Router# debug voice register errors %EO)H&E;}E&? CRUE S j/[,f:_ FLYAS
*Apr 22 11:52:54.523 PDT: VOICE_REG POOL: Contact TR G TEGEN EDOT =Lt
doesn't match any pools # L F+# A (Contact doesn’t match any pools) | &

*Apr 22 11:52:54.539 PDT: VOICE REG POOL: Register WIOIR Y T—IUNERINET,
request for (33015) from (10.2.152.39)

*Apr 22 11:52:54.539 PDT: VOICE_ REG _POOL: Contact
doesn't match any pools.

*Apr 22 11:52:54.559 PDT: VOICE REG_POOL: Register
request for (33017) from (10.2.152.39)

*Apr 22 11:53:04.559 PDT: VOICE_REG_POOL: Maximum
registration threshold for pool(3) hit

FJ[E 2 debug voice register events BeRT VT 4 BT 4 BEIRT AT, debug

voice register events =~ > R&Zfifl 92571 T

B TR TT BT 7T 4 BT 411, 7T — /L DM

Router# debug voice register events B BEOIERB L OE A /L ©7 O EMER

Apr 22 10:50:21.731 PDT: VOICE_REG POOL: Contact fcﬁ k\‘z))‘g?) D i_g— gi%m%)iﬁ%*{q:%ﬁﬁggj«é

matches pool 1 - .Ou . N :

Apr 22 10:50:21.731 PDT: VOICE_REG POOL: key(91011) (213, debug voice register errors =~ > F 4 {f/{]

contact (192.168.0.2) add to contact table L/EEjfo

Apr 22 10:50:21.731 PDT: VOICE REG_POOL: key(91011) §§§£%§§%>91011 ﬁ§ﬂ£?%a7;&fiz§jl twoe] &f%&%?

exists in contact table e L . N

Apr 22 10:50:21.731 PDT: VOICE_ REG POOL: éﬂij—o ‘hbi\%ﬁo) VoIP &/], V\?/l/ = 775}

contact (192.168.0.2) exists in contact table, ref 3?)}:) Z k %%% Lij—o

updated

Apr 22 10:50:21.731 PDT: VOICE REG POOL: Created
dial-peer entry of type 1

Apr 22 10:50:21.731 PDT: VOICE_REG_POOL:
Registration successful for 91011, registration id
is 257
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a<wV RERIIT 7V a v

HH

%EME 3 show sip-ua status registrar

Router# show sip-ua status registrar

R

Line destination
91021 192.168.0.3
91011 192.168.0.2
95021 10.2.161.50
95012 10.2.161.50
95011 10.2.161.50
95500 10.2.161.50
94011 10.2.161.40
94500 10.2.161.40

expires (sec)

contact

192.168.0.3
192.168.0.2

10.2.161.50
10.2.161.50
10.2.161.50
10.2.161.50
10.2.161.40
10.2.161.40

o=y NRGEEILT N L RCBERGE S
NTNBETXTOSIP = KR A b EFRRT
HI=DITEHLET,

FaxT XA YN ET

=L =
X TE DRESE,

TaXHAAYNVETDNTI TNy a—T 4T X4ET D72 proxy 2~ > KT icmp-ping
F—U— REFEHTLICXROTFIEEZFEITLET,

FIEDREE

1. configure terminal

end

A

FNEDOEEH

voice register pool rag

show dial-peer voice

show voice register dial-peers

proxy ip-address [preference value] [monitor probe {icmp-ping | rtr} [alternate-ip-address]]

a<w Y RERIIT IV a v

HHY

FJE 1 configure terminal

1

Router# configure terminal

oavwry REFERALTC. Zue—L ar Ty
Fal—iaryE—RNE2BEBLES,

FJE 2 voice register pool tag

IR

Router (config)# voice register pool 1

ToOaw s REEHAL T TR LAY I—)L
a7 4 F¥al—Tary T— NEHEEBLET,

FJB 3 proxy ip-address [preference value] [monitor probe

{icmp-ping | rtr} [alternate-ip-address]]

IR

Router (config-register-pool)# proxy 10.2.161.187
preference 1 monitor probe icmp-ping

icmp-ping CTE=495 L 5T proxy 2 v
TRELET,
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siP LYz byogess B
awv RERET 7V ayv E):D)
FE 4 end e EXEC — RIZR Y £7°,
R
Router (config-register-pool)# end
FJ[E 5 show voice register dial-peers NlOR= SV N XA ) VTR E MR L.

i

Router# show voice register dial-peers
dial-peer voice 40035 voip

preference 5

destination-pattern 91011

session target ipv4:192.168.0.2
session protocol sipv2

voice-class codec 1

dial-peer voice 40036 voip
preference 1

destination-pattern 91011

session target ipv4:10.2.161.187
session protocol sipv2

voice-class codec 1

monitor probe icmp-ping 10.2.161.187

icmp-ping T=4% U VI NEESNTWNDLZ &
BRI DDA L £,
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FIE 6
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HE

show dial-peer voice

R

Router# show dial-peer voice
VoiceOverIpPeer40036

peer type = voice, information type = voice,

description = ',
tag = 40036, destination-pattern = ~91011',
answer-address = ~', preference=1,

CLID Restriction = None
CLID Network Number = ~!'
CLID Second Number sent
source carrier-id = '

target carrier-id = ',
source trunk-group-label = ', target
trunk-group-label = ~',

numbering Type = ~unknown'

group = 40036, Admin state is up, Operation state is
up.,

incoming called-number = ~', connections/maximum =
0/unlimited,

! Default output for incoming called-number command
DTMF Relay = disabled,

modem transport = system,

huntstop = disabled,

in bound application associated: 'DEFAULT'

out bound application associated: '!'

dnis-map =

permission :both

incoming COR list:maximum capability

! Default output for cor command

outgoing COR list:minimum requirement

! Default output for cor command

Translation profile (Incoming) :

Translation profile (Outgoing) :

incoming call blocking:

translation-profile = ™'

disconnect-cause = "no-service'

advertise 0x40 capacity update_timer 25 addrFamily 4
oldAddrFamily 4

type = voip, session-target = “ipv4:10.2.161.187',
technology prefix:

settle-call = disabled

ip media DSCP = ef, ip signaling DSCP = af31,

ip video rsvp-none DSCP = af4l,ip video rsvp-pass
DSCP = af4l

ip video rsvp-fail DSCP = af41l,

UDP checksum = disabled,

session-protocol = sipv2, session-transport =
system,

req-gos = best-effort, acc-gos = best-effort,
reg-gos video = best-effort, acc-gos video =
best-effort,

reg-gos audio def bandwidth = 64, reg-gos audio max
bandwidth = 0,

reqg-gos video def bandwidth = 384, reg-gos video max
bandwidth = 0,

XA ¥/ ¥T 40036 T show dial-peer voice =~
VREFEHL. E=4 T —T AT — X A%
BLET,

N

(#) F7-.cor 2~ F¢& incoming
called-number =~ > RO H /) M 5@
RENET,
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a<wv RERIIT 7V a v

RTP dynamic payload type values: NTE = 101
Cisco: NSE=100, fax=96, fax-ack=97, dtmf=121,
fax-relay=122

S=123, ClearChan=125, PCM switch over
u-law=0,A-law=8

RTP comfort noise payload type 19

fax rate = voice, payload size = 20 bytes
fax protocol = system

fax-relay ecm enable

fax NSF = 0xAD0051 (default)

codec = g729r8, payload size = 20 bytes,
Media Setting = flow-through (global)
Expect factor = 0, Icpif = 20,

Playout Mode is set to adaptive,

Initial 60 ms, Max 300 ms

Playout-delay Minimum mode is set to default,
40 ms

Fax nominal 300 ms

Max Redirects = 1, signaling-type = cas,

VAD = enabled, Poor QOV Trap = disabled,
Source Interface = NONE

voice class sip url = system,

voice class sip rellxx = system,

monitor probe method: icmp-ping ip address:
10.2.161.187,

Monitored destination reachable

voice class perm tag = "'

Time elapsed since last clearing of voice call
statistics never

Connect Time = 0, Charged Units = 0

value

Successful Calls = 0, Failed Calls = 0, Incomplete

Calls = 0

Accepted Calls = 0, Refused Calls = 0,
Last Disconnect Cause is "",

Last Disconnect Text is "",

Last Setup Time = 0.

R DVEZE

K12, Cisco Unified SRST DERFEB L UHEa—L %

RELET,

DREIE 7 > a (109 X—=)EZZR LTI,

FEMIZ DU T, ICisco Unified SRST #EEDHEE |2 7 & 3 > (1 =) OFED [ Z Do B %
Bt ar28X—)2HBLTIEIN,

FERZ W T T — L
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