Y
CISCO.

SIP EFEE

Basic SIP Configuration

[ER] JROBRESERICHEDBHEIC. RELDEE
(www.cisco.com/jp/go/safety_warning/) % ZHERL S,

AEIF, RELRAVATFLXRITRFX 142 FDSENRTY .
RKEY A MEB FF2 AV FEDERNELHEBENH D=0,
EXBGABRICOVTIEREY A D FFa A2 FESRBIESL,
. BRFORRBRIZOVTIE, BHRT/NA—bF—, FEE,
BAEUEICTHRELESL,

ZOETIE, ROWBEDOERAREIZOVWTHHALET,
¢ Session Initiation Protocol (SIP) L 2% HR— |
e SIP V¥ A L7 NLEPLIE
e SIP 300 Multiple Choice A v&—
o SIP FEEEDJLHE :
- TAx—F7 Tux L OMEEH
- SIPY—hy=AfN~TE=2T

SIP LYR% YR— bk, SIP UF A LY MLEHR, & XU SIP 300 Multiple Choice # vy t+—%
HEEDEE

yyy—2 EER
12.2(15)Z) ZOBRENBIMISNE Lz,
12.3(HT COENZ DY ) —RAITHAE SNE LI,



www.cisco.com/jp/go/safety_warning/

SIP EXEE |

B <-2710Rm%

SIP REDHR: 74—F 27 TOXLEOHERRBEIUSIP Y= I A AANTEZV THEED

P& B

y1y—= EER

12.2(2)XB ZOBRENBINSE Lz,

12.2(3)T ZOMRRIDOY Y —RITHEAEINE L,

TS5y bITr—LELUCiscolOS VI L7 4 A—CDYR— MERDBRE

7Ty N7 A —LDOHR— LW CiscolOS Y7 b U =7 A A=Y OHR— MIET HIEHRERR
3 %1Z1%. Cisco Feature Navigator ZfH L 9, Cisco Feature Navigator {2/,
http://www.cisco.com/go/fn 7267 7 EA LT 72 & W, Cisco.com DT AT M BNUETT, THYU
Y REREO TN, 2= PR EREFSNAT - REENLHEE, n/A Y A Tr TRy 7 AT
[Cancel] 7 U v 7 L, RARINDIERITENET,

T=aT7ILORE

o [SIP JEAZE DRSS (P2)
o [SIP AR EICEHT H1EH (P.2)
o [SIP AR EDETHIE (P4)
o [SIP AR EDKER ] (P.20)

o [EFENY 1 —DR A (P.28)
o [ZEEE (P30)

SIP EXEEDHHRSEH

SIP Y54 LY MLEBHIR#ERE
o SIP#—hT=AM300 E/E302 VLA LT R Ayt —VEPR—-FTHZLE2MRLET,

SIP EXEEICEHT 515

SIP AR EEHXZEITT HI121F. ROBERIZHOWTEHFTLILERH Y £1°,
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TarEAR—TNVITOHMNERNSD T,
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e [SIP VXA L7 MLEILHEDORE] (P.8)
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DARAAHF— k9 A ThD SIP VoIP H—EXDERE

2T ROFIEICOWTHALET,

o [Cisco#—FrTx=ATDVIP 4—E 2DV v v hF DT EIEA % —7 ] (P.5)
e [CiscoX—hrT A TOVIPHT7TE—FRDOYy >y NE T F-13A4%—71] (P5)

Cisco5— kA TDOVOIP H—EXD vy F 9 UFRIFA R2—TIL
Cisco #— bV =A TVoIP y—ER%E T ¥ v N T THENEIEIA X—TMIZT DITIE, RO TFIA

FIEDOHE

IR

b & b

AFvF 2

ATvS 3

ATv7 4

&

ZRITLET,

enable
configure terminal
voice service voip

[no] shutdown

o b=

exit

AU RERET7IVa Y

=]: 5]

enable

i :

Router> enable

et EXEC B— REFIE VAT ABEHEFIC L o THES
NrfotX2 V5T 4 LV EBEIBLEST, ek
NEREINTEDL, NAT—RKEANLET,

configure terminal

Bl :

Router# configure terminal

Ja—ar7 4 Xal—v gy E— REBELET,

voice service voip

i :

Router (config) # voice service voip

FEREYP—EZAVoIP 2> 7 4 Fal—var T— RahH
HBLET,

[no] shutdown [forced]

Bl :

Router (config-voi-serv) # shutdown forced

VoIP 22—/ —ER& v vy AT UT 50, 21T
A F—T NI LET,

exit

i :

Router (config-voi-serv) # exit

IEAE@:E‘“— F\%%T [_/i‘j‘o

Cisco ¥— F9TATOVOIPHTE—FDOI ¥y OV FRIFAR—TIL

Cisco = bV =A TVoIP $7TE—REV Y v MU TEHNEIFAX—TMITTDHIZE, KOTF

N2 24T L £,

"



SIP EXEE |

W siP EXBEOETHE

FIROHE

FHFIR

ATy T A1

AFvF 2

ATvS 3

AFvT 4

&

ATv7 6

enable

configure terminal
voice service voip
sip

[no] call service stop

© o~ Wb =

exit

ARV EFERERT2V3 Y

=]y

enable

@l

Router> enable

HeME EXEC B— REIZ VAT AEHEEFIC L > THRES
nNrHotxa205 4 LoV EZBEBLES, ek
NEREINTES, RATU—FREZAHNLET,

configure terminal

B :

Router# configure terminal

JFa—sYLar7 4 ¥ab—ay EB— REBLET,

voice service voip

@l

Router (config) # voice service voip

HFEHEY—ERVoIP 27 4 F¥alb—3ar T— K&H
mLET,

sip

B :

Router (config-voi-serv) # sip

SIPa>7 4 Fal—ay — ReBtLET,

[no] call service stop [forced]
[maintain-registration]

il :
Router (conf-serv-sip)# call service stop
maintain-registration

BIR LY 7E— FD VoIP 2— )L $—E 2% ¥ v k
Ao B0, 34 2 —7 I LET,

exit

Al :

Router (conf-serv-sip) # exit

BEDOE—RFERTLET,

SIP LY RXE H7R— FDERE

SIP LY AH YR — M ERET DI, KOFIRELFATLET,

FIEDHE

N

1. enable

2. configure terminal
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IR

AFvT A1

ATvS 2

AFvFT 3

A7v7 4

ATFvT 5

sip-ua
registrar
retry register

timers register

N o o ke

exit

SIP 2xREOxRTAE B

ARV FFERRET7IVaY

E]:y

enable

Bl :

Router> enable

Hi#E EXEC B — FEFIT VAT ABHEFIZ L > THRES
NfovxF2U T 4 LYLERBEBLEST, Y7k
NEREINEDL, XAT—FE2AHLET,

configure terminal

il :

Router# configure terminal

Ja— )L a7 4 FXal—gry ET— e LET,

sip-ua

Bl :

Router (config) # sip-ua

SIP2—HY =—V x> h a7 4 FXal—ray T—
F&BRIE L ET,

registrar {dns:address |
ipv4:destination-address} expires seconds
[tcp] [secondary]

Bl -
Router (config-sip-ua)# registrar
ipv4:10.8.17.40 expires 3600 secondary

Thu JEEOEFAR— N (FXS) 3 XU IP Phone

OEAEFHFAR—F (BFXS) Ooftb iz, 4B SIP 7’1
FUERILISIP LY AT B— NI E.164 FH 5 E B L
FT, F—UV—RFBILOFHEITKRDOLEFLY TT,

o dns:address : A—IVEZETHEA YL ET D4
AIEMERT 2 KA ALV =5 F—r3,

A—NEZETHEAY

» ipvd:destination-address :
NETDIPT RLUA,

* expires seconds : 7 7 4/ b DEEKRER] (FVHAT)

e tep: NTUAR—F LAY 7 kaid TCP TR
& L ¥, User Datagram Protocol (UDP; = —
T=H TN T u hAN) RTFTFNRTT,

o secondary : JURMAHRT D7D 2
SIP 7md v EIFL IR T ~ORELEELE
T (EE).

retry register number

Bl :

Router (config-sip-ua)# retry register 10

Zoavw REFERALT, V= by oA BREET D SIP

Register A v E—VORBARELE T, FlEITKD &

BY T,

o number : Register * vt —Y DV b T A%k, #ilH :
1~10, 771/ : 10,
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W siP EXBEOETHE

ARV RFEERT7IVaY EL:y
XFw7 6 timers register milliseconds Toavwy REFEHALT, SIP 2—% =— = > RV
BERZXRETDETOMFLRMEZRELEY, 58T
fl : RDOERY TY,

Router (config-sip-ua)# timers register 500

o milliseconds : B (I VRPHAL), #iPH : 100 ~
1000, 7 /v k : 500,

X;-\yj 7 exit EE‘E@:E_ F‘%%@T bij—o

Bl :

Router (config-sip-ua) # exit

SIP V54 LY FMLEBILROERE

ZIZTEE, ROTEBIZOWTCHBALET,
o [a— UHA LY MABIEBEDZRE ] (P.8)
o [SIP 300 Multiple Choice # v&—Y D&% & (P.11)

a—JL VS5 A LY FLEBHGERDERTE
redirection =2~ > FEFEHLZU XA L7 FOEIT, T 74V FTAR—T N> TWET, U HZ
AV MU ET 42— 0L, VEy FT25I0iE. ROETHHAT L FIEEZETLET,
o [a—L VAL MUEIEDOFKTE] (P.8)

IP/IP =2—v U EA VLI varkra—s U, $R035A4YL ETICHESH TS R—T NI+ DHZ &
NTEXET, RETHITL., ROETHWHT I FRIEEZEITLET,

o [a— %7 a— LI R— R T5a—L VXA LT NOEE] (P9)
o [HFED VoIP XA ¥/ ¥ 7 Ca—axYR—rt+5a—1 UEAL L7 FoORE] (P.10)

a—)L VEAL LY FMABHERDHRTE
a— XA Ly MUBYEEERRET 513, ROFIEEZETLET,

FIEDOHE

enable

configure terminal
sip-ua

no redirection

redirection

o e~ wODd =

exit
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IR

b & b

ATvT 2

ATFvF 3

AFvT 4

&

ATvT 6

a—=)LE5O—/WIZHR—FFTEa3—)L YFL LY FORE

FIEDHE

SIP 2xREOxRTAE B

Ay RFERE7IaY

iy

enable

i :

Router> enable

HeME EXEC B— REIZ VAT AEEEFIC L > THRES
NrHotxa205 4 LV EZBEBLES, ek
MERINEZDL, RAT—=FREZ AN LFET,

configure terminal

Bl :

Router# configure terminal

JFa—sLar7 4 ¥ ab—ar EB— REBELET,

sip-ua

i :

Router (config) # sip-ua

SIPa—H¥ x—Yzr har7 Fal—i g F—
R&BtE LET,

no redirection

Bl :

Router (config-sip-ua)# no redirection

VXA L7 MU AEF 42— NI LET, F—
ANVIHEE Bxx JnB x dxx =T — 7 T AL U CALE S
DL ET,

redirection

i :

Router (config-sip-ua)# redirection

RFC 2543 TOREIC/KE> THETE X o, =2—n1 Y
AV varyi Uy hLET, a<2 K default
redirection & . RFC 2543 TORTIHE > TEIET 5 &
Sca—nL IxAL L arE ey NLET,

exit

Bl :

Router (config-sip-ua)# exit

BAEDE—RFEKRTLET,

=N E T — NI R— 589123 — 1 VEAL VLY FERET AT, ROFIEEFETLES,

~

GE) T_XTOVOIP #A YL ETICONWT T a— LR PP a— L UE AL LIy a A X—T 0T 5
i, B —t 2 ar74¥al—vary T—REFEHLEST, 74V DSIP T 7Y r— 3
VIFEV PP U E ALV g B R— N LTWWET,

1. enable

2. configure terminal
3. voice service voip
4. redirect ip2ip

5. exit
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W siP EXBEOETHE

i E
AR FEREF7ZIVaY B
AF7v7 1 ensble ¥k EXEC B— RT3 v A7 AEBEIC Lo TRES
Niefhotex=7 4 LVEBBLET, 7Yrr 7 R
il : NFERINTEDL, RATU—FEALET,
Router> enable
XFw T 2 configure terminal Ja—)L a7 4 Xal—ray BT— REBLET,
Bl -
Router# configure terminal
AFYvF 3 voice service voip EEY—EAVWIP 27 4 Fal— a3y T— RE2H
BLET,
#l :
Router (config) # voice service voip
ARTv7 4 redirect ip2ip Cisco I0S FF 7 —hv A ZHHALT, ¥~ hv=A
T SIP &&= — /b & SIP a2 — /il 7 m— " uic ) &
Bl - A VvZ7 FLET,
Router (conf-voi-serv) # redirect ip2ip
ATYT 5 exit BEOE— R&/KTLET,
#l :
Router(conf-voi-serv)# exit

¥ED VoIP ¥4 V)L E7Z TCa—NLEYR—FFHa—)L USXL LY FOETE

BED VoIP ¥ A ¥ )L BT Ca— a9 R—1rF2L5 22—V UFA VLT FERETDITIE, KO
FIEZFITLET,

() o KFED VOIP XA Y/ ETIWZONWTIPAP 22—V U XA VLI v a rEHRETDHIZE. XAV ET
a7 4FXalb—Tary EB—RT, EEXAPL ETICBWTEELET, SIP Survivable
Remote Site Telephony (SRST) ®F 7 4/V k 77U r—va ik, IPAIP VXA V7 v a vz
A—FLTWVET,

e AAXYNLET a7 4Xal—val ET—KRTIP/IPVEA LI arRPRESNTHDIEA.
BEDERBLA YNV ET TOREN, EFFT—EARECTANINZ7 0 — \LERELD HEL
énij‘o

FIEDHE

enable

configure terminal
dial-peer voice voip
application

redirect ip2ip

AN O

exit
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b & b

ATvT 2

ATFvF 3

A7v7 4

&

ATv7 6

SIP 2xREOxRTAE B

AU RFERET7IV3 Y

B#Y

enable

7l

Router> enable

HeME EXEC B— REIZ VAT AEEEFIC L > THRES
NrHotxa205 4 LV EZBEBLES, ek
MERINEZDL, RAT—=FREZ AN LFET,

configure terminal

B :

Router# configure terminal

JFa—sLar7 4 ¥ ab—ar EB— REBELET,

dial-peer voice tag voip

7l

Router (config) # dial-peer voice 29 voip

Zoavw  REFHLT, A4 VYL ET ary7 4Xa

L—yay E—RZ2BBLET, I8RO LB T,

o tag : FFEDHXA YV ET EERTEHT 4V v b,
WP - 1 ~ 2,147,483,647 (B~ L TAN),

application application-name

-
Router (config-dial-peer)# application
session

FAXNV ET TRHEDOT 7 ) r—varizfx—7/C
LET. 5lIRO LEY TY,

* application-name : ¥4 ¥ )\ ET TA X —T I T
5, FEIERSINTZT TV r— 9 o O4HI, SIP
DOHAE. T 74NV MD Tel 77V sr—3 3 v (Cisco
I0S A A=Y 2 5) X session THY, VoIP ¥ A1 ¥
L ETEPOTS XA ¥V ETOmFIZHEATE E
T, TV =y a i, IPIPYEA LI ay
EYR—=FLTWEHNERDHY 3,

redirect ip2ip

B

Router (conf-dial-peer) # redirect ip2ip

CiscoIOS HEFE 77— v A LT, $5ED VoIP ¥
A ¥V ETCSIP&EGEa— /L% SIPEE=2—MIZY XA
L7 hLET,

exit

Al :

Router (conf-dial-peer) # exit

BIEDE—REKTLET,

SIP 300 Multiple Choice * v t—Y DEE

SIP 300 Multiple Choice * v t—C DE{ERTE

ZZTE. ROEBICOWTHEALET,

« [SIP 300 Multiple Choice A v&—YD%lE] (P4)
o [SIP 300 Multiple Choice # vt&— YD %E#E] (P.11)

SIP 300 Multiple Choice A vt — Y %EET DI, ROFIEEZEITLET,

~

GE) VEZA VY FENDEZIIH L THE~ODBEEDONV— FBFEET IHE (EEROZX A YL ©T7n—%7
2%4) . SIP #'— k¥ = A 1% 300 Multiple Choice # »&— %8 L, Contact ~» & —NDOEED
= ERFRRENET, ZORETIE, = —FiF Contact ~ v X —ND/L— FDJEFZBIRTE £,

"
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W siP EXBEOETHE

FIROHE

FHFIR

ATy T A1

AFvF 2

ATvS 3

AFvT 4

&

ATYS 6

enable

configure terminal
voice service voip
sip

redirect contact order

© o~ Wb =

exit

ARV EFEFERERT 23y

=]y

enable

il :

Router> enable

HeME EXEC B— REIZ VAT AEHEEFIC L > THRES
nNrHotxa205 4 LoV EZBEBLES, ek
MERINTEZDL, RAT—=FREZ AN LFET,

configure terminal

Bl :

Router# configure terminal

JFa—sYLar7 4 ¥ab—ay EB— REBLET,

voice service voip

il :

Router (config) # voice service voip

HFEHEY—ERVoIP 27 4 F¥alb—3ar T— K&H
mLET,

sip

Bl :

Router (config-voi-serv) # sip

SIPa>7 4 Fal—ay — ReBtLET,

redirect contact order
longest-match]

[best-match |

i :

Router (conf-serv-sip) # redirect contact order
best-match

300 Multiple Choice A v & —YRND =% 7 NOJEF%

WRELET, F—U—FEIKkD LB TT,

e best-match : RED VAT LB ELHEHL Ca L ¥
7 OB ZHELET,

e longest-match : 585G/ 3% — L O E—HKE KIS
AL, WIZ2FHORE B, KIZ3FHDOKE
—H Lo kolicary s rolEFEHELET,
ZHET 7+ R TT,

exit

il :

Router (conf-serv-sip) # exit

BEDOE—RFERTLET,

SIP EEDHRDELE

HEE DRV EAR) Z2BERE F 713/ NMIRERE FTREZRBEREIC DWW T RO THHA L £,

o [Tx—F2 7 Fuxs LOMENER]

(P.13)
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e ISIP/V—FyzAfN~TE=T] (P.13)
SIP EHEDHLEDFEAMIT OV T, [Achieving SIP RFC Compliance| &M L T 72 &0,

7+r—F29 Faxi LOMEERA

A=) TH—F I H ST, BIGT— b = A ITEBOBEREZLETE, BES— PV =A1ZFAT
A= VOEK OB EIGEEZNMHTEET, 23— 7+ —F 7L, find me < follow me % A 7D —
R DREIZSLETT,

T T —F SOV R— ML - T, RIF— b =2 ITEKOBERZLHETE, BEF— b
Tz AXR L a— NV OEBOEEIGEEVWETEET, 7r—F 07 e LoMEERIX. UAC
ELTEET D — b A IClH SN, 2—FBEEOBRRDGHNIR L TR SN DI HEEITHRAE L
F9, UAC R INVITE A vt —U%7aF ek EZ3T5L, Yax ks 7 +—2 LTERD
A—PF 2=V MIEELET, SIP F— b7 = A 13EHED 18X 5%, A La—/ ID TOMIZL
TRIov I varE LTUBLET, 8T8 4 Y/ ETH QoS IZxt LTHREINTNDGA,
F—=P Tz AT AT— e L, ZNOOMM Lz T Y7 a 2 LI RSVP FRZEBEE L E
T, 200 0K 72 E OMERIGE #Z%ET DL, 7F'— b Y =2 A IZRDOMERIGE & Z I AN, o+ _To
rIUYP g DAT— R EWEELET,

T A —FX U TBERETIE. XA BTN QoS I L TREINTWDAIGAILLE, N rvayr
TEIZRSVP BEESNET, TNLSNOHE, a—MFRA =74 — ML LTEFITENET,
TA—F7 TuXxT LOMAEROVR— I, UAC & LTEMET A — by =A I TEASh

7., F—=brU=A3 UAS & LTEMET 258 SnEEAL, Z0%HE. 7YX, FU
T—= bV =A~DFRLa—vID o387 53Rk URL 2 8OO INVITE # 7 +—27 LEd,

Fio, T —F U THEETIE, XAV BTN QoS IR L TERESNTWAEEIZES, VT oy
Va T EIZRSVP BRESINET, TNLSNDOEE, a— VEIRA F= 74— ML LTHITS
iﬁ—o

SIP 7—r2 A ANFTE=VY
SIP ~7 E=71E, BEDY— hY = TORFEI—ANRIP Xy NI TY/F V7 SN0, [

L= Uz DBREND T V—T 4 VITRERETT, SIPATE= 72, IP Xy hU—7
=T 47 &N, ALY =7 xA TPSINICEENS PSTN 2— 3% 0 £ (X 11 2&8H),

= 11 PSTN A7E=> 504
S A Py kT—%

37698

== aJ—JLID-x
@E{ d—JLID-x 1 ))
FIERIZ, SIP ~7 =272k, B (BREEFRRE) DO IP Ry N =2 v 7 F V7 &n, FH
L7 7%A F—b T =g THBICREND 22—V EHD ET (K 12 258),
12 EREBATE=_VT0f
F—broxA R _
A1 e S—LID-y IP %y F7—7
[k 2 @E a—J)LID-y ] E)
‘ {

SIP ~7 B =27 Tk, ADVERBLIOCHDEROS =Y = ZLEHY EH A,

37699



http://www.cisco.com/en/US/docs/ios/voice/sip/configuration/guide/sip_cg-rfc_comply.html
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SIP |%. —#&EEV—rv 2 (POTS) /POTS A7 = 7%V R—rLET (0DFH, =2—1F1 2D
EFER—INOEEFEL, JIOEFR—r~V—TFT g7 ENET), £/, POTS/IP 2—/L Ly 7B X
W IP/POTS =— v Ly 7 R—bMLET, 72720, IP/IP~ATE=V I FR—FLERHA, OF
D, SIP #— b7 = A135HE SIP 2— V2B TET, VoIP ¥4 Y/L 7 #H L ChHlo SIP 7 /31
ANEHL—T 4 T LET,

ZOEEEICIE, ANBORELETINMLETY, SIPF— bV o TANTE=V T2 A RF—TNIZT DHIT
X, A4V ETORDODBREFNZSRLTLLIEIV, ROFIZEELTLIEI N,

e POTS A XN ETIZINETV 77 LU A2 NERZINTWVDLERH Y, VoIP 1 ¥/ 72k
TNV T LA I DEBRBSNTWAIXLERHY ET, ZNICEY, a—LT—FEFI—b X
(POTS) TITZAR< IP TEEINET,

o I—IVHXA VI FNENDTD, BEyvary =5y MIEULS— U oA TH,

dial-peer voice 53001 pots
preference 2
destination-pattern 5300001
prefix 5300001

|

dial-peer voice 53002 pots
preference 2
destination-pattern 5300002
prefix 5300002

|

dial-peer voice 530011 voip
preference 1
destination-pattern 5300001
session protocol sipv2
session target ipv4:10.1.1.41
playout-delay maximum 300
codec g7llalaw

|

dial-peer voice 530022 voip
preference 1
destination-pattern 5300002
session protocol sipv2
session target ipv4:10.1.1.41
playout-delay maximum 300
codec g7llalaw

SIP 57—,z RT—RADFER

FIEDHE

SIP V" — Yz DAT — X ABLORELHERT HITIE, LEZSCTROFIEEZETLET (=<
VRIET AT 7y MEIZIEATWET),

show sip service
show sip-ua register status
show sip-ua statistics

show sip-ua status

o A~ 0D =

show sip-ua timers
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show sip service
Zoavy REHEHLT, SIPY— YA DSIP 2—)L F—ERADRAT =X A% FRLET,
WOHABNE, SIP 23—/ $—EARS X—=T N THDH I LERLTNET,

Router# show sip service

SIP Service is up

wDOH L, SIP =—/L $—E 23 shutdown =< R TV v v N UV ENT-Z L2 RLTWET,

Router# show sip service

SIP service is shut globally
under 'voice service voip'

WOHIENE, SIP 2 —/L #—E Z A3 call service stop =~ RTY ¥ v MU ENTZ & ERLT
WET,

Router# show sip service

SIP service is shut
under 'voice service voip', 'sip' submode

koL, SIP 22—/ 9 — 1t 27 shutdown forced =~ KT v v MUV ENTZZ EERL
TWET,

Router# show sip service

SIP service is forced shut globally
under 'voice service voip'

WO IiEIL, SIP = —/L #—E 223 call service stop forced 2~ R Ty ¥ v hF U SN2t %
ALTWET,

Router# show sip service

SIP service is forced shut
under 'voice service voip', 'sip' submode

show sip-ua register status

Zoavwy REFERHLTC,SIP Y — s A RN T T4~V SIP LI R NTICEGEK LT E.164 HE5D
AT —H A FRRLET,

Router# show sip-ua register status

Line peer expires(sec) registered

4001 20001 596 no
4002 20002 596 no
5100 1 596 no
9998 2 596 no

show sip-ua statistics

Zoaw L REFEHALT, a— L UXA L7 ar DT 42— ANnEInRE, I8E, F T T4y
7. BIOFRITO SIP #HFtE#R A2 £ R LET,

WOFNL, 4 DOV VAR EFEENTIEE2RLTVET,

Router# show sip-ua statistics
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SIP Response Statistics (Inbound/Outbound)

Informational:
Trying 0/0, Ringing 0/0,
Forwarded 0/0, Queued 0/0,
SessionProgress 0/0

Success:
OkInvite 0/0, OkBye 0/0,
OkCancel 0/0, OkOptions 0/0,
OkPrack 0/0, OkPreconditionMet 0/0,
OkSubscribe 0/0, OKNOTIFY 0/0,
OkInfo 0/0, 202Accepted 0/0
OkRegister 12/49

Redirection (Inbound only except for MovedTemp (Inbound/Outbound))

MultipleChoice 0, MovedPermanently 0,
MovedTemporarily 0/0, UseProxy 0,
AlternateService 0

Client Error:

BadRequest 0/0, Unauthorized 0/0,
PaymentRequired 0/0, Forbidden 0/0,
NotFound 0/0, MethodNotAllowed 0/0,
NotAcceptable 0/0, ProxyAuthReqgd 0/0,
RegTimeout 0/0, Conflict 0/0, Gone 0/0,
RegEntityTooLarge 0/0, ReqURITooLarge 0/0,
UnsupportedMediaType 0/0, BadExtension 0/0,
TempNotAvailable 0/0, CallLegNonExistent 0/0,
LoopDetected 0/0, TooManyHops 0/0,
AddrIncomplete 0/0, Ambiguous 0/0,
BusyHere 0/0, RequestCancel 0/0,
NotAcceptableMedia 0/0, BadEvent 0/0,
SETooSmall 0/0

Server Error:

InternalError 0/0, NotImplemented 0/0,
BadGateway 0/0, ServiceUnavail 0/0,
GatewayTimeout 0/0, BadSipVer 0/0,
PreCondFailure 0/0
Global Failure:

BusyEverywhere 0/0, Decline 0/0,
NotExistAnywhere 0/0, NotAcceptable 0/0
Miscellaneous counters:
RedirectRspMappedToClientErr 0

SIP Total Traffic Statistics (Inbound/Outbound)
Invite 0/0, Ack 0/0, Bye 0/0,
Cancel 0/0, Options 0/0,
Prack 0/0, Comet 0/0,
Subscribe 0/0, NOTIFY 0/0,
Refer 0/0, Info 0/0
Register 49/16

Retry Statistics
Invite 0, Bye 0, Cancel 0, Response 0,
Prack 0, Comet 0, Reliablelxx 0, NOTIFY O
Register 4

SDP application statistics:

Parses: 0, Builds O

Invalid token order: 0, Invalid param: 0

Not SDP desc: 0, No resource: 0

Last time SIP Statistics were cleared: <never>
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WD HI151ix, RedirectResponseMappedToClientError A7 —4% A A vE2—T %R LTWET, T
OHEFIE, Bxx JEEN dax BB E LTS ND Z 2R L TWET, a— L VXA LT v a g
F—7NVOE4E (57 +v 1), RedirectResponseMappedToClientError A7 —# A A vt — X4y
INFEHA,

Router# show sip-ua statistics

SIP Response Statistics (Inbound/Outbound)

Informational:
Trying 0/0, Ringing 0/0,
Forwarded 0/0, Queued 0/0,
SessionProgress 0/0

Success:
OkInvite 0/0, OkBye 0/0,
OkCancel 0/0, OkOptions 0/0,
OkPrack 0/0, OkPreconditionMet 0/0,
OKSubscribe 0/0, OkNotify 0/0,
202Accepted 0/0

Redirection (Inbound only):
MultipleChoice 0, MovedPermanently O,
MovedTemporarily 0, UseProxy O,
AlternateService 0

Client Error:
BadRequest 0/0, Unauthorized 0/0,
PaymentRequired 0/0, Forbidden 0/0,
NotFound 0/0, MethodNotAllowed 0/0,
NotAcceptable 0/0, ProxyAuthReqd 0/0,
ReqgTimeout 0/0, Conflict 0/0, Gone 0/0,
RegEntityTooLarge 0/0, ReqURITooLarge 0/0,
UnsupportedMediaType 0/0, BadExtension 0/0,
TempNotAvailable 0/0, CallLegNonExistent 0/0,
LoopDetected 0/0, TooManyHops 0/0,
AddrIncomplete 0/0, Ambiguous 0/0,
BusyHere 0/0, RequestCancel 0/0
NotAcceptableMedia 0/0, BadEvent 0/0

Server Error:
InternalError 0/0, NotImplemented 0/0,
BadGateway 0/0, ServiceUnavail 0/0,
GatewayTimeout 0/0, BadSipver 0/0,
PreCondFailure 0/0

Global Failure:
BusyEverywhere 0/0, Decline 0/0,
NotExistAnywhere 0/0, NotAcceptable 0/0

Miscellaneous counters:
RedirectResponseMappedToClientError 1,

SIP Total Traffic Statistics (Inbound/Outbound)

Invite 0/0, Ack 0/0, Bye 0/0,

Cancel 0/0, Options 0/0,

Prack 0/0, Comet 0/0,

Subscribe 0/0, Notify 0/0,

Refer 0/0

Retry Statistics
Invite 0, Bye 0, Cancel 0, Response 0,
Prack 0, Comet 0, Reliablelxx 0, Notify O

SDP application statistics:

Parses: 0, Builds 0

Invalid token order: 0, Invalid param: O
Not SDP desc: 0, No resource: 0

ATw7 4 show sip-ua status
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ZOavw Ly REMBEHALT, a—L UEAL LT ar B, R2—T T 4B —7uh7 . SIP User
Agent (UA; 2—H¥ =—V =z ) DAT—HRAERRFLET,

Router# show sip-ua status

SIP User Agent Status

SIP User Agent for UDP : ENABLED

SIP User Agent for TCP : ENABLED

SIP User Agent bind status(signaling): DISABLED
SIP User Agent bind status(media): DISABLED

SIP max-forwards : 6

SIP DNS SRV version: 1 (rfc 2052)

Redirection (3xx) message handling: ENABLED

show sip-ua timers

Zoavry REHEHLT, SIPa2—% =—Y x>k (UA) 44 ~—OHEORELFRLET,
WOHDBNL, BERERDIEE SN D ETORBEH, D%V timers register =~ > FTRESND
fEERLTVET,

Router# show sip-ua timers

SIP UA Timer Values (millisecs)

trying 500, expires 180000, connect 500, disconnect 500

comet 500, prack 500, rellxx 500, notify 500
refer 500, register 500

—HE S TN a—T 1 VTICETHEV b

S

(E)

~

(E)

NI TNy a—T 4 VT OFEMIONTIE, ROBEERZSRL T ZI0,
» [ Cisco 10S Voice Troubleshooting and Monitoring Guide ]

e Cisco Technical Support (http://www.cisco.com/en/US/support/index.html)
* [Cisco 10S Debug Command Reference

» [Cisco 10S Voice, Video, and Fax Configuration Guide]

o [Troubleshooting and Debugging VoIP Call Basics

* [VoIP Debug Commands]

gy RET7T A7 7y MEIZIEA TOET,

o VoIP WEMEL TWAZ & AR LE 1,
o FEOA—NAMTRZDI EEMWERLET,

e SIP CHR—PENZ2a—TFT v I/ N™FHENTWAZ 2R LET, a—F v 7OV R— MIT
Ty RN T =D Lo THRARY ET, codec? a2~ FEFEAL T, BEDTT v 7 +—L T
el a—5 v 7 2R L £ 9,

e debug aaa authentication =~ > RZ{HEH L T, AAA =7 A VIZBRT H A LV B & RR
LET,



http://www.cisco.com/en/US/docs/ios/12_3/vvf_c/voice_troubleshooting/old/voipt_c.html
http://www.cisco.com/en/US/support/index.html
http://www.cisco.com/en/US/docs/ios/debug/command/reference/db_book.html
http://www.cisco.com/en/US/docs/ios/12_2/voice/configuration/guide/fvvfax_c.html
http://www.cisco.com/en/US/tech/tk1077/technologies_tech_note09186a0080094045.shtml
http://www.cisco.com/en/US/docs/routers/access/1700/1750/software/configuration/guide/debug.html
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debug asnl events =~ > FZ{EMA LT, SIP BV — A "BEREI L TWDHZ LEMBLET, 77
AT FBRF—=NEBETEXRVREDEHEIT. REBA v E—URHEAICERENET,

debug call fallback =~ > K 77 I VU EHEHA LT, VoIP 2— D7 +— "y 7 OFEiEFER L
ij‘o

debug cch323 =~ F 77 IV AFEHL T, H323 7V A7 ANOIESERa R R—x 2 b
TNy TR LT,

debug cesip =2~ K 77 IV B2 — 72 SIP 7 Ny 7R LEY, FR7T bY Ea— hEE,
— Ry FU—=2 T RVAEH DL —ADORFRETT, ROMEa~ P2/ LET,

— debug cesip all : 3T SIP DT Ny 7oA X —T M LET,

— debug ccsip calls : 7T SIP Service-Provider Interface (SPI; —E 2 F'm/Af Z— A
HB—TxAA) I—=LDIL—R%AF—T M LET,

— debug ccsip error : SIPSPI =7 —D b L—RX%& A X—T7 LI LET,
— debug cesip events : TXTD SIPSPI A X D h L —R% A F—T I LET,

— debug cesip info : —f%f#J72 SIP SPIIEHO ML — A& A X —T /I LET, a— UFA L
I ar BT A4E—T N ThHLENE I PR LET,

— debug ccsip media : SIP 27 47 AR —LD ML —REAFX—TNVIZLET,

— debug ccsip messages : 37X TD SIPSPI A vE&—Y b —REA RX—T7 I LET, SIP
22— ==V b 7 TAT b (UAC) T 78R h—RHTREBEEINDA v E—TD b
L— 7 ETY,

— debug ccsip preauth : SIP = —/L® Authentication Authorization, and Accounting (AAA; #&
Ak, A, THU T 4 ) FRIRBREDORZEI LR — bz A R —T I LE T,

— debug ccsip states : TXTD SIPSPI A7 —F L —AD ML —RAZA X =T M LET,
— debug cesip transport : SIP #5350 RZB IO TCP £/oli=2—¥ 5 —4% 7 F A5 7 r hajl
(UDP) Yut®AD hL—RA% A 2—7/LIZLET,

debug isdn q931 =~ > REMHHL T, v—AL —% (=—Ffl) &3y hV—2 Mo ISDN
Xy T =78 (LAY 3) OFFORENL & fEICBET 2 FEHER R LET,
debug kpml =~ > F% 4 LT, KeyPad Markup Language (KPML) X—#—BI QL ¥ =
T—DT Ny FL—REAF—T I LET,
debug radius =~ > FZEHA LT, RADIUS 7 U BEa—FDTF Ny ML—R%& A X —T T
LET,

debug rpms-proc preauth =~ > NZfH LT, H323 =2—/ SIP 2 —/b, E72jL H323 =2—v
L SIP 2— VDl HFD RPMS 7 rEAT, Ty 7 ML —R% A X =TI LET,

debug rtr trace =~ FZH LT, SAA BIEOFITEZ FL—ALET,
WIZ/RT debug voip 2~ F 77 I VAL £,

— debug voip ccapi protoheaders : (57— U =1 LIS — bV oA M THEEEND A v
-V ERFRLET, KIS — PV =A Ty X —BZEESNRWERIE, BES— U=
T header-passing =~ > RB3A X —T7 NV THDHZ L EMERLET,

— debug voip ivr script : Tcl 227 U 7 M OFETRHICHAE LT —2F R LET,

— debug voip rtp session named-event 101: =—5 v 7 % A 7 g726r16 F£7=1% g726124 %
LTWSHAEIZ, DTMF U L— 7Ty ZiC L o THERFREZF R LET, RBICED A v
VLT RTOa—ATar Y —VEERT7 Ty T 47 LRI, 51101 2=~
RIZAmL T &,

Ihboawy RO—EHOMARZRIRLET,

"
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o [debug ccsip events =~ > KOHHH] (P.20)
e [debug ccsip info =~ > KO (P.20)

debug ccsip events 37> FOH AHl
o ZOflIE, Proxy-Authorization ~v % =7 a— REHLO2—FLB LU RA T — RIZHEE N
TWLZ &2 RLTNET,

Router# debug ccsip events
CCSIP SPI: SIP Call Events tracing is enabled

21:03:21: sippmh parse proxy auth: Challenge is 'Basic'.

21:03:21: sippmh parse proxy auth: Base64 user-pass string is
'MTIzNDU2Nzg5MDEyMzQ1Njou"' .

21:03:21: sip_process proxy auth: Decoded user-pass string is '1234567890123456:.".
21:03:21: sip process proxy auth: Username is '1234567890123456"'.

21:03:21: sip process_proxy auth: Pass is '.'.

21:03:21: sipSPIAddBillingInfoToCcb: sipCallld for billing records =
10872472-173611CC-81E9C73D-F836C2B6@172.18.192.19421:03:21: ****Adding to UAS Request
table

debug ccsip info 27 > FOH AHI
ZOFNE, 2=V VEA LI a BT 4= N THEI LR T TNy THAO 2R LT
WET, IV VEA VLI arBDAR—TAVDGE (T74NV ), TRy IZITOERIIH Y £HA,

Router# debug ccsip info

00:20:32: HandleUdpSocketReads :Msg enqueued for SPI with IPaddr: 172.18.207.10
:5060

00:20:32: CCSIP-SPI-CONTROL: act sentinvite new message

00:20:32: CCSIP-SPI-CONTROL: sipSPICheckResponse

00:20:32: sip stats status code

00:20:32: ccsip_get code class: !!Call Redirection feature is disabled on the GW
00:20:32: ccsip map call redirect responses: !!Mapping 302 response to 480
00:20:32: Roundtrip delay 4 milliseconds for method INVITE

=1 — =
SIP EAREHTE D EH
ZIZ T ROBREBNZHDOWTHBALET,
o ISIP LY A& HAR—1b il (P.20)
o [SIP V& A Lo NMLBKIE : ) (P.22)
e [SIP 300 Multiple Choice # vt&—: f5l] (P.26)

SIP LYRXE HR— 1 :

Current configuration : 3394 bytes
|

version 12.2

service timestamps debug uptime
service timestamps log uptime

no service password-encryption
service internal

|

memory-size iomem 15
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ip subnet-zero
|
no ip domain lookup
!
voice service voip
redirect ip2ip
sip
redirect contact order best-match

ip dhcp pool vespa
network 192.168.0.0 255.255.255.0
option 150 ip 192.168.0.1
default-router 192.168.0.1
|
voice call carrier capacity active
|
voice class codec 1
codec preference 2 g7llulaw
|
no voice hpi capture buffer
no voice hpi capture destination
|
fax interface-type fax-mail
mta receive maximum-recipients 0
|
interface Ethernet0/0
ip address 10.8.17.22 255.255.0.0
half-duplex
|
interface FastEthernet0/0
ip address 192.168.0.1 255.255.255.0
speed auto
no cdp enable
h323-gateway voip interface
h323-gateway voip id vespa2 ipaddr 10.8.15.4 1718
|
router rip
network 10.0.0.0
network 192.168.0.0
|
ip default-gateway 10.8.0.1
ip classless
ip route 0.0.0.0 0.0.0.0 10.8.0.1
no ip http server
ip pim bidir-enable
|
tftp-server flash:SEPDEFAULT.cnf
tftp-server flash:P005B302.bin
call fallback active
|
call application global default.new
call rsvp-sync
|
voice-port 1/0
|
voice-port 1/1
|
mgcp profile default
|
dial-peer voice 1 pots
destination-pattern 5100
port 1/0
|

dial-peer voice 2 pots
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destination-pattern 9998
port 1/1

|
dial-peer voice 123 voip
destination-pattern [12]...
session protocol sipv2
session target ipv4:10.8.17.42
dtmf-relay sip-notify

|
gateway

|

sip-ua

retry invite 3

retry register 3

timers register 150
registrar dns:myhost3.example.com expires 3600
registrar ipv4:10.8.17.40 expires 3600 secondary
|
telephony-service

max-dn 10

max-conferences 4

|
ephone-dn 1
number 4001

|
ephone-dn 2
number 4002

!

line con 0O

exec-timeout 0 0

line aux 0

line vty 0 4

login

line vty 5 15

login

|
no scheduler allocate
end

SIP Y54 LY LB : 5

TR, ATOBETHA LICREFEEICHET 2R EF 2R LET,

e [Fak—TrizaNiza—v VEA LT ar] (P22)

o (M x—TNNizENZa—L VEAL LI ar] (P23)

o MPNP VXAV varvaifTha—N UE AL ar] (P24)
« [SIP 300 Multiple Choice # vt —= : 5l (P.26)

GE) HITHEATIIP 7T RLABLIOEA MITRZEO LD TY,

FaE—TNIzEShf-a—L YEF4L L3y
ZOFTEH, == U EA LIy a i — bz TT =TI ENTHET,

Router# show running-config

Building configuration...
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Current configuration : 2791 bytes

|
version 12.2
service config

no service single-slot-reload-enable

no service pad

service timestamps debug uptime
service timestamps log uptime
no service password-encryption
service internal

service udp-small-servers

|

interface FastEthernet2/0

ip address 172.18.200.24 255.255.255.0

duplex auto
no shut
speed 10
ip rsvp bandwidth 7500 7500
|
voice-port 1/1/1
no supervisory disconnect lcfo
|
dial-peer voice 1 pots
application session
destination-pattern 8183821111
port 1/1/1
|
dial-peer voice 3 voip
application session
destination-pattern 7173721111
session protocol sipv2
session target ipv4:172.18.200.
codec g7llulaw
|
dial-peer voice 4 voip
application session
destination-pattern 6163621111
session protocol sipv2
session target ipv4:172.18.200.
codec g7llulaw
|
gateway
!
sip-ua
no redirection

retry invite 1

retry bye 1
|
line con
line aux

o O O

line vty
login
|

end

A x—Ticdht-a—IL YEALL22aY

36

33

siP ZxEEoxnEs M

ZOFTIH, I VXA LT aliETS— T2 TARX—TIZEINTWVET (T 741 1),
A= VEAL VI aring F—TNOEE, HZIZVEA VI va idERINNET A,

Router# show running-config

Building configuration...

"o
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Current configuration : 2791 bytes

|
version 12.2
service config

no service single-slot-reload-enable

no service pad

service timestamps debug uptime
service timestamps log uptime
no service password-encryption
service internal

service udp-small-servers

|

interface FastEthernet2/0

ip address 172.18.200.24 255.255.255.0

duplex auto
no shut
speed 10
ip rsvp bandwidth 7500 7500
|
voice-port 1/1/1
no supervisory disconnect lcfo
|
dial-peer voice 1 pots
application session
destination-pattern 8183821111
port 1/1/1
|
dial-peer voice 3 voip
application session
destination-pattern 7173721111
session protocol sipv2
session target ipv4:172.18.200.
codec g7llulaw
|
dial-peer voice 4 voip
application session
destination-pattern 6163621111
session protocol sipv2
session target ipv4:172.18.200.
codec g7llulaw
|
gateway
!
sip-ua

retry invite 1

retry bye 1
|
line con
line aux
line vty
login
|

o O O

end

IPIP UAA LY a3 VEFERTHa—L USA(LYPIY
ZOFITIR, VEAA LT a i N— Tl — N LICEESNTWET,

Current configuration : 3394 bytes

|
version 12.2

service timestamps debug uptime
service timestamps log uptime
no service password-encryption

36

33
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service internal
I
memory-size iomem 15
ip subnet-zero
I
no ip domain lookup
!
voice service voip
redirect ip2ip
sip
redirect contact order best-match

ip dhcp pool vespa
network 192.168.0.0 255.255.255.0
option 150 ip 192.168.0.1
default-router 192.168.0.1
|
voice call carrier capacity active
|
voice class codec 1
codec preference 2 g7llulaw
|
!
no voice hpi capture buffer
no voice hpi capture destination
|
fax interface-type fax-mail
mta receive maximum-recipients 0
|
interface Ethernet0/0
ip address 10.8.17.22 255.255.0.0
half-duplex
|
interface FastEthernet0/0
ip address 192.168.0.1 255.255.255.0
speed auto
no cdp enable
h323-gateway voip interface
h323-gateway voip id vespa2 ipaddr 10.8.15.4 1718
|
router rip
network 10.0.0.0
network 192.168.0.0
|
ip default-gateway 10.8.0.1
ip classless
ip route 0.0.0.0 0.0.0.0 10.8.0.1
no ip http server
ip pim bidir-enable
|
tftp-server flash:SEPDEFAULT.cnf
tftp-server flash:P005B302.bin
call fallback active
|
!
call application global default.new
call rsvp-sync
|
voice-port 1/0
|
voice-port 1/1
|

mgcp profile default
|
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dial-peer voice 1 pots
destination-pattern 5100
port 1/0

|

dial-peer voice 2 pots
destination-pattern 9998
port 1/1

|

dial-peer voice 123 voip
destination-pattern [12]...
session protocol sipv2
session target ipv4:10.8.17.42
dtmf-relay sip-notify
|
gateway
!
sip-ua
retry invite 3
retry register 3
timers register 150
registrar dns:myhost3.example.com expires 3600

registrar ipv4:10.8.17.40 expires 3600 secondary

|

|
telephony-service
max-dn 10
max-conferences 4
|

ephone-dn 1
number 4001

|

ephone-dn 2
number 4002

!

line con O
exec-timeout 0 O
line aux 0

line vty 0 4
login

line vty 5 15
login

|

no scheduler allocate

end

SIP 300 Multiple Choice * vt— : f§i

Z Z T, redirect contact order 7% best-match IZFR € SR EF AR L ET,

Current configuration : 3394 bytes
|

version 12.2

service timestamps debug uptime
service timestamps log uptime
no service password-encryption
service internal

!

memory-size iomem 15

ip subnet-zero

|

no ip domain lookup
|
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voice service voip
redirect ip2ip
sip
redirect contact order best-match

ip dhcp pool vespa
network 192.168.0.0 255.255.255.0
option 150 ip 192.168.0.1
default-router 192.168.0.1
|
voice call carrier capacity active
|
voice class codec 1
codec preference 2 g7llulaw
|
no voice hpi capture buffer
no voice hpi capture destination
|
fax interface-type fax-mail
mta receive maximum-recipients 0
|
interface Ethernet0/0
ip address 10.8.17.22 255.255.0.0
half-duplex
|
interface FastEthernet0/0
ip address 192.168.0.1 255.255.255.0
speed auto
no cdp enable
h323-gateway voip interface
h323-gateway voip id vespa2 ipaddr 10.8.15.4 1718
|
router rip
network 10.0.0.0
network 192.168.0.0
|
ip default-gateway 10.8.0.1
ip classless
ip route 0.0.0.0 0.0.0.0 10.8.0.1
no ip http server
ip pim bidir-enable
|
tftp-server flash:SEPDEFAULT.cnf
tftp-server flash:P005B302.bin
call fallback active
|
call application global default.new
call rsvp-sync
|
voice-port 1/0
|
voice-port 1/1
|

mgcp profile default

|

dial-peer voice 1 pots
destination-pattern 5100
port 1/0

|

dial-peer voice 2 pots
destination-pattern 9998
port 1/1

|

dial-peer voice 123 voip
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destination-pattern [12]...

session protocol sipv2

session target ipv4:10.8.17.42

dtmf-relay sip-notify

|
gateway

!
sip-ua

retry invite 3

retry register 3

timers register 150

registrar dns:myhost3.example.com expires 3600
registrar ipv4:10.8.17.40 expires 3600 secondary
|

telephony-service

max-dn 10

max-conferences 4
|

ephone-dn 1

number 4001
|

ephone-dn 2

number 4002

!

line con 0
exec-timeout 0 O
line aux 0

line vty 0 4
login

line vty 5 15
login

|

no scheduler allocate
end
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