
        
            
                
            
        

    
Objective
 
  Session Initiation Protocol (SIP) is a signaling protocol used to create, manage and terminate sessions in an IP based network. SIP is a mechanism for call management. It also allows for the establishment of user location and provides for feature negotiation so that all of the participants in a session can agree on the features to be supported among them, and enables the ability to change features of a session while it is in progress.
 
  The objective of this document is to show you how to configure the Linksys Key System Parameter. 
 
  
Applicable Devices
 
  • SPA300 Series IP Phone
 
  • SPA500 Series IP Phone
 
  
Linksys Key Configuration
 
  Note: On the actual SPA300 or SPA500 Series IP Phone set signaling protocol as SIP, use navigation keys to go to Device Administration > Call Control Settings > Signaling Protocol > SIP.
 
  Step 1. Use the web configuration utility to choose Admin Login > Advanced > Voice > SIP. The SIP page opens:
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  Step 2. Choose Yes or No from the Linksys Key System drop-down list to enable or disable the Linksys Key System. If you choose Yes your phone will configure as a part of Linksys Key System. The defaults is Yes. 
 
  Step 3. Choose Yes or No from the Key System Auto Discovery drop-down list to enable or disable auto discovery of the call control server. This feature is disabled for  teleworkers or other scenarios where multicast does not work.
 
  Step 4. Choose the desired Force LAN Codec from the Force LAN Codec drop-down list.
 
  • G.711u  —  G.711u codec name used in session description protocol (SDP). Defaults to Pulse Code Modulation mu-law (PCMU).
 
  • G.711a  —  G.711a codec name used in session description protocol (SDP). Defaults to Pulse Code Modulation A-law (PCMA).
 
  • None  — Defaults to none.
 
  Step 5. Enter the Multicast Address in the Multicast Address field. It is used to communicate with Cisco SPA IP phones. The default is 224.168.168.168:6061.
 
  Step 6. Enter the IP address of the call control server IP in the Key System IP Address field. It is the IP address for teleworkers or other scenarios where multicast does not work.
 
  Step 7. Click Submit All Changes to save the settings.
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SIP Parameters

Max Forward: 70 Max Redirection s
Max Auth 2 SIP User Agent Name: SVERSION

SIP Server Name: SVERSION SIP Reg User Agent Name:

SIP Accept Language: DTMF Relay MIME Type: spplication/dtrm-relay.
Hook Flash MIME Type: spplication/hook-flash | Remove Last Reg: no v

Use Compact Header: no v Escape Display Name: no v

SIP-B Enable: no v Talk Package: no v

Hold Package: o~ Conference Package: no v

Notify Conference: no v RFC 2543 Call Hold: yes ~

Random REG CID On Reboot:  no v Mark All AVT Packets: yes ~

SIP TCP Port Min: 5080 SIPTCP Port Max: s080

(CTI Enable: no v Caller D Header. PAID-RPID-FROM +
SRTP Method: xesipura v Hold Target Before REFER: no v

Dislog SDP Ensble: no v Keep Referee When REFER Failed:  no v

Display Diversion Info: no v

SIP Timer Values (sec)
st s stpT2: 4

StP Ta: s SIP Timer B: 16
S1P Timer F: 16 SIP Timer H 16
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RTP Port Min: 16384 RTP Port Max: 16482

RTP Packet Size: 0.030 Max RTP 1CMP Err: o
RTCP T Interval o No UDP Checksum o -
Symmetric RTP: o - Stats In ve: o -

SOP Payload Types

AT Dynamic Payload: 101 INFOREQ Dynamic Payload:

726132 Dynamic Paylosd: 2 G723b Dynamic Payload %

EncspRTP Dynamic Fayload: 112 RTP-Start-Loopback Dynamic Payload: 113
RTP-Start-Loopback Codec: G711~ AVT Codec Name: telephone-event
7114 Codec Nam = G711a Codec Name: pcma

6726132 Codec Name: 72632 7253 Codec Name: G252

723b Codec Name: G72sab 722 Codec Name: o722
EncapRTP Codec Name: encaprtp

NAT Support Parameters

andle VIA received o v Handle VIA rport o -

Insert VIA received: o - Insert VIA rport: o -
Substitute VIA Ader o - Send Resp To Src Port o -

STUN Enable: o - STUN Test Ensble: o -

STUN Server: T 1P

X RTP port Min: NAT Keep Alive Tntv 5

Linksys Key System Parameters
Linksys Key System: no Multicast Address: 224.168.168.168:6061

key System Auto Discovery:  ves Key System [P Address:

[Force LaN codec: none  +

Undo All Changes | [ Submit All Changes






